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Abstract: Large Language Models (LLMs) have achieved outstanding success across a wide range of downstream
tasks in Natural Language Processing (NLP),thanks to their remarkable ability to follow instructions and learn from context.
As human intelligence is inherently multimodal,the momentum of this research has naturally expanded into other modalities,
particularly vision and speech. In the realm of vision,large-scale models like GPT-4V and LLaVa employ foundational lan-
guage models as the “brain” enabling them to perform complex tasks in visual understanding and reasoning. These models
have shown impressive abilities to break down task barriers,transcending traditional boundaries in vision-related tasks. In a
similar vein,Speech Large Language Models (SLLMs) have attracted significant interest from both academia and industry.
Notable models such as Whisper and Qwen-Audio have emerged as frontrunners,setting new performance records in speech-
related tasks,including speech recognition,understanding,and synthesis. Their development demonstrates significant poten-
tial for further breakthroughs. This paper aims to provide a comprehensive review of the latest advancements in SLLMs re-
search. It delves into the foundational architecture of these models,thoroughly exploring key concepts such as model compo-
nents, training strategies,data construction,and evaluation methods. Furthermore,it addresses the primary challenges that re-
searchers face in this rapidly evolving field and discusses possible future directions for research and development in speech-

based large models.
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former 2244, FERALAL T 215 S AN HERE Sy . iR
LR EET Y PRI, RGNS . A
FEAE SO 55 R R AR IR E 5 50 T IR 75 ek
k5 (3) ChatGLM J2 i #2758 1% AL T & B R 1%
FEF A R ] & 7 L] 2 58 1Y Transformer
BEA . RIRUTE v SOW T AR S B T TR AL R, B
AR AR 0% . H R PR 32 2R B A v Sc b
[P EE R
3.5 HiHisses

B A 0 B R SRR S
e SRR GHE R TP 91) e 40 R i 8 A 2 T 2 0K

I SR FRAE 2R, DU 58 B 18 & HL i " 2) “ih E A
BB . TS B R b LLM %t Y token 38
B Z HENESE R (B E & aEEE), Hit
o B PR AN 50 B OB RRAE X S

H_=Project(S,) (5)
Hodp S R LLM i i 59185 X token P31 5 H R i H 4FAE
VERIE & A AR A . X — B BT R T8 S
BRI AL W N S R e B e Ao B AR BEAS (i) Y B
EBIE K.

M BRSO  r NG LU U
()y/MIHEZ S Wéﬁ(TiHy Transformer)m: LT RE
& Transformer 2244 , g 1% HEAR token 22 [1] 14 42 Ja) 48
& T 280 A5G A B SCHURMT %5 . ()4
FREESE 2% (Convolutional Projection )" s Fi il — 4k 5 fH 4k
P AR token J7 51) i (14 Jeg 38 B (1) 45 4, L5 R 8 IR AE
RIPEA . (3) Z 2 IEHN G« A A PR 250 AU A T4
AR Z AR, 3 A R GE IR e 2 v 4 0 A5 X A e MR R
REH . (4) 5 A R 2558 O o th B 28 515
A AR RGN 2, DL RS H AR i BRI L Ak
HAR, $&7F 1T Sc—2ork 5L s ae 7y, Ui MEeH
PR SRR Z (8] 1 22 5 B AR AT U1 25

min || H - H|| 3 (6)
o | OB A s IR R R . %07 A TR
o HIIGRER KK, EGmEEETSRARR
(W VALL-E). BRI 5 7R .

£S5 WHERERZITXILEEREI T

I s JrifR M7 )i
ANED R R ) AEAAE bR S0 28D AL CNN T ¢ SRR & A
BB SRR . ROR 2 SRy AR 55 SN AR S AR R G
2 SCBUTRTEL . MU PR KIKRE )59, 5 Z P9I RE IS SRS . B st
SR R 251 e A BT TR SCRURR BRI AE R IR A PR ELE &S AU VALL-E)

3R AT AE 2 AR PR 1R & A LR G2, Tiny
Transformer #% )72 F Tk B 3% 2 A He , Hogh 4438 o [ £
45 I Transformer Block SZHE [ R SCHEEAR , [5] i 88 G T 4
JRUST AR AT SR A PEJRTF 4 . ) QN 7E SpeechGPT HEZL
Tiny Transformer 4514 /5 A i th 7 2%, A 2R TE 1718 X
FNE S AN B SRR kA R IR
HRCR AR T HAAXE (218 A BUEE T
Yy, SR S5 K 1 42 Jmy eEASERE ) AH AL T 56 2 Trans-
former /54 PR, A S B 58 AT 2% [ | A Jag 0 SR i 4 5 AL
il L S AR FEREEE (U0 Cross-Attention) G501, LAE
— PR T 3 N
3.6 EHEMHE

T AR AR TR KA Y B Je — O A
TR B A A U i BERRIEZROR H (W0 token 7
G ) e 48 Ay AT BN AT T BSOS . 8 U I SO A

FMFES G MBS . 5 ANKIEF Rk i B4R
KB I AR, A R TR AR A R B
155 28 338 5 KUK 435 1l S 3 ke MEAE T . 38 8 A iUAS
R A S T R 2 SR A R R R

U T AR U R BT LA =R AR
. B [\ V3 77 3 (Autoregressive, AR) \AE B [ )3 77 3%
(Non-Autoregressive, NAR) 5 9" # & #5 J7 # (Diffusion
Models). AN [R5 EEAEEBHLH] S RS0 Th & e S
Pl ae 155 e B s, & o Rt 1 AR CREA )
XT EEARE B

UTAEAR , T A s 9 B9 Fp S e i, oA O H s
SETEDRBEIE & A AR B 5 3RIK el b, iF— 2D 45t
ARG SRR . RIHACRBA WaveNet 2 T H
[ = 24 3 3 320 A ST I R G B 1 A A, AT A
T HE 1535 7 90 v ) 20k B IS AR, B AR A A



8 BT

EE ¢

R6 BRIBEFERRAERERMEITLE

Tk Z ik EPt N5
WaveNet A [EH(AR) FI RS BUE s AR B v (L SR i 1 T . XS R
Tacotron 2 A EH(AR) S -7 R P B B TTS i A AR, AT IC 2 A i WHTTS., HE B+
MelGAN®! FEATIANNAR) | TR (GAN ARG AAER | 2f B P38 A i A ARG B, R
HiFi-GAN™ 4k A [IH(NAR) R SO R R i 3 i S Jo i iy R R TTS . SER A Al
FastSpeech 2% | [ [1]JH(NAR) 4k [ I 7 TTS #5570 Pl o5k AR BURCR T HE AN KR IEF
SoundStorm 4k [ MIF(NAR) JEATAE A D A A M B + 155 R LHFTTS . HEERRS
DiffWave BB A (Diffusion) IR TR B AR R FREIEE G, PORAL
AudioLDM | § 1A (Diffusion) SCAREN T AT AE LA YR8 25 A BT kv PN R T

SRIE . SR, LR AT 4 PEML ) 5 B0 B 2218 5
TR, ME LA L S A B oK . R X —
JHLAT, Tacotron 2 5 H 19 i B s 24) o 55 26 W 58, Jolée
SCAR G ol Mel A543 , P 3k 75 A5 5 (U MelGAN' 5
HiFi-GAN) I J5 R 8 S Y 78 B 9K B AT M 2 18] 52
RGP | R BRARIE B 5 2R G 11 T B SE A 45 4

TR AR A 103 (NAR) 5 32 8 ik
WF5E E FastSpeech 2! 18‘7{ Tacotron R ¥ Fe Al 5[ A
Freemt & S ae il as R IR Ras
T AR B R TR B T S XA Y R e
J1 . BRIy D, HiFi-GAN ™ SE 45 22 R H 51
e 55k 25 A BB, 70 AR SE R Y [ g AR T T
AT, O S R TR S ARG E A
4 (5120 FastSpeech 2+HiFi-GAN HY 44284 ).

4 llZRR M

T OB BN RS w32 B AT X PR R Sz A e
Jy . JEE IR R AR = A B B B 2K (Pre-
training) .38 4 1tk 8 (Instruction Tuning) Xt 5% V8 AL
(Alignment Tuning)iﬁl:. DU R A A 4 B B B R
W 5 Sy 1k
4.1 FillkRRE

TUYI 2502 b o RO R T SO e ) B A —
A, BRI KR & - SR B 2 IS N RN 5
RS IXTFF 06 2R, R I SLAT: 55w 29 0 Lt . AR 8 B An
1155 1 22 5, TV R SR M3 0 53 o =28« DSk 00 %%
Ak PN R0 22 B BTl 25 .

MK T 1 (Pre—training from Scratch) : 1% 5 W 35
TERCES 2 BB 1A A i BE Al b, T B el IR RS
- SORBE AT U, A 0 SO AR '
PERAE T 24540 A i , B Bom i FiR R 51z 4k
W7, A A ] Y RS SRR AL . AR SR
OpenAl ] Whisper > 1 Google ] AudioL.M"*'.

Ak 2 )1 25k (Continued Pre-training) s Ak 2 T 2
BT AWM INZRTE S BAL (41 LLaMA |, Qwen 55 ) , 7

S S B 2 SRR AR b — 2D O DTS AT 55

IR ERE T 2SR SRR e T, 0
FOl A M 10 5 i RGBS IMEAR TR RS . SR,
TR W PR BRI T 1 S BB F T A T R B L
Ji I 1 5 R A A A Ml 22 BSORE2S B P2 ™ T, BE5  1
RS A RLA P

Z oy Be il 25 Multi-stage Pre-training) Ny a3V
B G e A B & -1 S — IRk RE ) . R
8 55— B B SOAS AT R, A o Bod i i
B W S SRS O, 5 = B B AT AR AN
FUNZR . AR B SRIA o3 B BB+ B USRS, W 7R
s I &5 % R AR 00 TR I 2 AR R TR R R T
HEJT.
4.1.1 % BR

T RO B T ZR B B 15 7E AR T RS
MRS RE T, FEBISLLT =R HbRRIT  B5AA
% 5% (Cross-modal Alignment) NS N AT 2% 2 (Intra-
modal Representation Learning) 5 L S A (Muli-
modal Fusion). =3 MASIE] JZ 10 43 5 it D v 3 W 285 1
ZEPETR 2555 TURZ T I FRAEMERT , 2 S & R
RUPRAGE A i BHE ST 55 1 GBI 2R S A

(1) BEREA X 55 « PSRN 5502 2 B A1 B A Tl
Wk Az B, AR B 715 B RS 5 SRR
A Z ] 8 SR DG R, B DR AN [ 25 10 45 2 7T LAAE
e 233 ] A I S8 S R

Bian , 78 A shiEE BUN (ASR) i, H bR J& 2% 2] N iF
T F I x={x,.x,,-x;p WM XA F G
Y={ 1y oy, by 10 B P(yi) IF 00 10 o
Kk

max P(y|x; 0) (7)

TESCA BN A (TS ), DUz [ AR, M SCA
J7 81 y Az & WUT 51 x, X 2 R RE 3 P(xly), IFRRA
Hif KAk

y; 0) (8)

4R B LA Y A SR PR 2
(Contrastive Learning, CL) ,Ht~T i85 5 U AR S IE S —

max P(x



SR T AL 404 DI 5 Pk B 9

T8 X s 1] Y B SEALART . AR B () H
BCXT BT B - SCASREAANE R “ IE B R 22 5 (b) B AL
X REAANE Sy “ B3] AT IX A3, W 37 223 [ it Jnoxf be 24
R R R SCR

exp(Sim(vP, v )/7)

N
cCL:—izm < (9)
N i=1 : speech _ text
zexp (sim(VP*, viT)/T)
j=1

Horp v 3l 5 i 5 SO 1Y 1) B R 5 sim () J2
AR BXAFARLRE BREL ;2 MR B R B N2 bateh K/ . BHIR
BB R A S R T b T M AR, Tz A
TZiER 255 T .

() BN RAE 2 B Be B 1E 4 Ak i 2 &
SCABES I AR RE ), SR T RS ROR i . 1B
BOSMNE T2% ) ¥ O BT AR IE AR A 55 R
P, SLAIRR AN HuBERT ™ WavLM'™ 5 52t 1 078 3
TP 47 B 1 P SR . SOARBEAS ) 22 R F HE R 1
TEAEAT S5 A LR SO 5 X F . Speech TS
SRR AL I 3 ST AT 5 SO G B e, R 4 5 A
B [, Ay J5 S 2 AT 55 B0 BEAil

() ZESRE B BTEL AT 5 CARFE R
TR BE R, K R 40— Y IS RS R 25 ], DT S HE i
BRG] GBS B 250 AP S e S B AT
55 . AT R R OGR4 SRS T B
ML (Cross-modal Attention)'® B2 45 5 #& (Joint En-

coder) 25" B4 X Ho2g 2T, DB 5 -l B K
PSS
4.1.2 IlZRETT

T TN B B ROF T A AL RE O L
BB R I SHOR S+ AR s I LA 2
T 55 4505 BRI LA SE BB N 2 & RS 55 5 AR AR
i) 2 HAREMEIN SR . X Fpo7 sk A CRE DR B ORI &
BEARY (LLM) #3525 4 i vh & A 1918 5 8 2 HHR 18
RE 3 AR I 2 e AT TS B 5L

(1) ZHR S5 HM - 1T E R E - RO (4 Whis-
per ' \VALL-E"™ SpeechT5") "1z R FH“WR&s £+ Il
ZRBE TR IG , BD RS LLM 553535 Y0 i g AR, {0}
iy AR A i B0 A 5 0 SRR R AR I i 2 AT
TR

[E I, SRy 45 VI 2R IR B8 T, W R FH A R ik
YA 15 : LoRA (Low-Rank Adaptation ) « 18 i3 & A% 4 [ 1
B E R 7 1), PR S B0 45 W I B R
Adapter Tuning: 7£ AL A48 AN SUBTH, (
# Adapter 248 ; Prefix Tuning: X} Transformer % A 48l
]2 R I, 5 AT SRR

(2) 4515 R« 1B R RITETE W M 2 ME 55
bR, a8 A B, bR SCHEAg BSNS54 . S St
SE H AR, W2 B B ok T 22 Rt 2k R AR I A 1R
b, Bk 7 s .

®7 BRBHKEH

ke i H B bR TR ik
28 XA R (CE Y A RS @6 ASR Whisper,VALL-E FH T Ak token T v 1
HEADIE = BUR(MLM) ™ RS P 5 A SpeechT5 R 4 AL NS bR SO g
Xt A 2 (CLY*Y PERINS 57 Kimi Audio,AudioCLIP SR T - SCAS [H] AR R
VAE E a1 TSR AR | DR A B | Voicebox,SpeechT5 Az S IR TR R 5 BT

4.1.3 Tl ZEE

TETR & B SO R8s 1Y) 2 1 18 SRR
IS DT BE B R S R SO T R S AR
FEIAZ A . AN [F] S Y (% 50t o A [] 1 )1 25 B A
PRIt B A AR 4328 5 AT 55 e S R e L AR AR T
WL FE SRS S5, T T 43y =2 TR - SCARTRC X
Bl | S R AR T e (W3R 8~10).
Horp, 2580 S BE 3 SCARR 4 L H 48 28035 @ 1 (i
CoVoST2)) Wil 35 52 g A A« SR 5 Bt 4
[i] B} S Fp U 5 At AT 55 (Cn UwspeechL76J INUVEPNG)
FrEEZE .

(1) I - SO EHE - 33X 2 B SRl A B 2 1
FHT N Zhik & O 55 sk g ) . ARFRMERIE 4R 6045 Li-
briSpeech[m%ﬂ Common Voice!™ . H 4 Common Voice &
I KFUE ) 28R TF IR E 5, B 5 T0RFNE S, JT4R
HEPE] AR M D TTE B A B TR A o) 1R i

T -ULTE ARSI 0GR T F 215 R 54
PEALA BRE ) (ILIE 4 7R 61)).

(2) Z A AERAE X AN — 2 H AR % 55
bRy, (A H AL 5 A R SC bR B (A s
Yyt E RN il H T RUE R 5 Z ST
ST RE SN . AR B : AudioSet ' : YouTube
TR AR AR S A RS T ARSE Vox-
Celeb2' s HITF UGG AU, 35 50 75 0k B 3 bR 28 5 i 2
B nm T RRIXE SIS By s SRR REE
Y ERARBE )

() Rbr 1B & 5 r ok, A B %I EE
A SRR AR 1 18 1 5000 1Ry A5 AR T I 1) i %
P53 I T A i I X B ST AR e AR AT
% BRI AE ToAR s i i h 2E 2R 2 R S5 R R AR . A3k
ARSI« 10.

— S gl LR | ) 40 HuBERT''? | VALL-E'™ |



10 W T

EE ¢

( % ID: 'd59478fbel ee646a28a3c652a119379939123784d99131b865a8918b21¢8169276c48bd574b8 1267d9d 1a77b83b43e6d47Sa6efc79¢232ddbead46acdc Tafcs', |

B B2 ‘et/clips/common_voice_et_18318995.mp3',
EEENE:
{

B 4%: ‘et/clips/common_voice_et_18318995.mp3', > 0:00/11:53

i fit: array([-0.00048828, -0.00018311, -0.00137329, ..., 0.00079346, 0.00091553, 0.00085449], dtype=float32),

SKAESE: 48000
b

CAR: 'Tasub kokku saada inimestega, keda tunned juba ammust ajast saati.',

-

0 i

4Ei#g: 'twenties',
5 'male’,
o ',
Hips: et
\\%iﬁ: )
K4 s
RS EBEE-XABEIMHE(AFIEFTIRMN FRX ITSEES)
BntE 4 FUEL(/IN) H WI(4F) i i
LibriSpeech"! 1000 2015 FET LibriVox A 75 S 0 91 W & PR o 2k
Common Voice!™ 4200+ 2020 Mozilla A 215 5B S BRSE A S FEERIEE.
GigaSpeech 10k 2021 22 AU T T UM B B A 5 v ST e S
WenetSpeech!™ 10 k 2021 240U rh SR R RIS B A iR R 2 R S AR A S
LibriTTS 585 2019 LibriSpeech [ 22 U3k ARA 38 ] T & 6 AT 55 .
Fisher 2 000 2004 YEE XIS BRI TR OIS
F9 SESHEFMHE/ (AT EIIE BROLY BESEREES)
Bl 44 PR/ IN) H1(4F) farik
Multilingual TEDx 1000 2018 Z 15T TED W Fs5 8 s 4R A 5 SUAREG S;ERIE
CoVoST2"™ 2 800 2020 BT BIPRRIE AR A B T AN SCAR KT
CVsS 1900 2022 BT Common Voice #1243 FI B4R .
MUST-C 1 400 2020 BT RS RAL B B A
VoxCelebh2™ 2 000+ 2018 AL NI RN FN A5 F T 0a s AR R o 15
F10 FGEEFHB(ATALEEY HERINEEETS)
HmE 4 FUEL(/IN) H WI(4F) i ik
Libri-light 60 k 2019 A1 75 24 60 000 /N A bR i B it s 1 T A M i) 2
The People’s Speech 30k 2021 Z R R ST E TR S U RO B 8 T Rl i
Voxblink2 16 k 2024 AL AR AR TE I 20 5 AR

SeamlessM4T #f C&2R FH IE P HE AT P11 25 . 3 %K
P e 0 PR T RR R B iR E 2R SR S
BT IAE 5538 1
4.2 $ESHOA

F5 4138 (Instruction Tuning)%iﬁ%ﬁ*ﬁﬂﬁ”é}% i
A SCEEER Y, B TR I 5| A A A o] “ A 55 45 4+ A
—a B N B, AT S TH IS A B RE ) AT 5
ZALHE T L B B REAR (zero-shot) ™ FIHEAR (few-shot)
PATRES) . HEGEINGRATR] , 18- s I8 X 36 =07 A
PSS B 375 55 v R4 4 BT e A 285 ) 1 AL
4.2.1 HEHEXSESEX

T8 TR B BT IS 182 A il =%
RIRIF, F2A LU

(1)#54 BRpit s =X - 454 FRBEA% O T AT 55 1
B, 25 R T, LT AR 3 5t 2 15 7] 2 (Speech-in-
Text-out) A5 4 A= 155 (Text-in—Speech—out) RN
1] “ T AR LA 15 [ 0 ) R S B R R 2Ry 32
BENPYFEWE? " NS — B & SO, s ok [l 2 [
HYSCAS, DL 5 (54 SR Bt S 2O B D PR

(2) ZHX kg 2 240X 1A A% 2 R 45 1 1k
Y “ 8 PO R (Turns ) 7 7 2, B — 48l s 10 & f

#8 4> /Instruction: <instruction>
i N\/Input: {<audio>, <text>}
% tH/Response: <output>

5 RSB ARER



SR T AL 404 DI 5 Pk B 11

3 HURE IO i A/ O AR R, AR 6 s, R LR
R

FA kR (Role Tags) : bric & 5 £, 4 human (]
F1) cgpt (281 Laudio (i B A ) 45 3 i ABLAS : X N &
BN, AT R SO B A B S R T S
(Turn Index) : A 5 IR LU B A A B B SOt
JF i TR B A oS v R

{
"conversations": [
{
"from": "human",
"value": <text>
)
{
"from": "audio",
"value": <audio>
b
{
"from": "gpt",
"value": <output>
}
]

8

Ko  Zhexhims Rkl

4.2.2 IZGHE S®mEIEIT
WAL (Supervised Fine-tuning, SFT) ! s
TR AR s, 38 3 i 0T 48 2 B I A B e [ 8 )
FEVN SRt FE v, BBEAY A% 4 2 58 T 48 2 T AR T
R R B2 USCHE A 1A AL M GEE B0 & -SOR
X, D0 E AR A B e Y A T 2RO
A=LLM(L M) (10)
o U Zkny B b2 18 i B /MBI eR BOR 0 A AR 7Y
25
E:—ilnP(R,\R<[,I,M) (11)

Horp N AR R A BE s R, ER i RIDT R N RTSRT
B A5 R BRI S 3 3 1 10y 2 A 4
A X T AT 55 R A B AR A2
RITHE AR A 38T 2 1B XHE 1] 8 C

L guoe=— 2N PR R, 1, M, C) (12)

RN ZRAT T o AR R AR 52 i rh DR R TR B
— B ST S AR OCHE
4.3 XFIEML

X5 JE A (Alignment Tuning ) & 78 {5 155 KAL)
A AT R A NS DR A, 2 “ 4] 527 (hallucination )
MG, RIS A Gy 1 AN HERA AN AH G BB R N 25 . YT
F TR A A 2 o) 5 R T AR R sk
2J (Reinforcement Learning from Human Feedback,
RLHF) % mg , DR ACR ST i W 3k (T SCRE A %
RGP ER R

4.3.1 ETAXRGHELES

RLHF J& 4§ %t 55 900 09 4% 0 0 vk L i 4 =
BB :

FT14. }L’{’Jﬁéfﬁﬁgj(SUpervised Fine—Tuning). ",
R X 55 8 D0 B0 X A 7R 3 A4 7 W B o () 20 L
R AR ABETT . 7EX — BB AR A 2 o 2
G U A A L B0 Y B R 2 B MR A
Ay B e T s v RO R TR A 25 S L AT DAGE R
I SE ST 2R pREOR 92 31

1 N
LSFTz_NzlnPﬂ(yipci) (13)
i=1

Horb, x J2 i A K 5y 02 H bRk 5 P, (vl ) SR BB AR
SR 0 iy, BIRESE . IR BLAY AR AL A2 R B A A
ZH 0, AT A W A R R T R

52 R A 2k (Reward Modeling ). 7E Wi B
TR B EEA b, 2R — A2 AR, F TR0 A2 N 25
FIDES . B, 22 s B ] L3 F P 0 e - B0 A
BN ZSHEATET 43, NI A J 5 Ak 2 2T 43k H Fm pRi
P R ECH

Lw==yy DR, 1) =R, (7] (14)

Horbr oy P O G A o B AR SN 2 5y, JH P D -
TRAY A LN 25 5 R SR AR RL , B H0h 6. SR A i
BE X3y, Ay, 45232k T P B D 4
55 340 RIS LA (PPO). i FH i b~y > B30k (e
i o W& AL, Proximal Policy Optimization, PPO ) [go]ﬁt’ﬁc
BEAY 0 LR AR, L BEE TR A AL i 8 5 T, A2
TG A N A . 1A KLAGST 0, Al LR 11k
Ak 3t A5 A 25 0 G SRS o 2 L DA T PR 4R A 1N 25 1 24
PEREE M, Uifk H AR i gl
LPPo:ExIZHH(a"St))At:' _/B‘KL[”()H”(}M] (15)

Ty, (als,

S, M AT s U0 0, ST A 0
ok K, H T VPAG S A o, B9 B, B o KL A% 53 391 A9 42
Al R A R SRR E M AL BB RS AR
AR R BN A
4.3.2 FHHXFMATTIE:DPOSKTO

R U RLHF Ji f2 52 2% I G Fa e S5 ) i, T 4F
LT e e Al ) BB X s B D 4 e Ak (Di-
rect Preference Optimization, DPO) 5| J& &2 - Ik 1 5
Ak ( Kahneman-Tversky Optimization, KTO ).

(1)DPO: Direct Preference Optimization

DPO J7 15148 2 A5 A 55 S mis A Ak aod A, 4
Ui e %ok CIE A1) vs B 0910) S W B A 5, 5L AR L 452K B
BRSO SR HR DR STE T a5 s I
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YRRaOE To AR A ST L 3 A AR A 1 DR AR fi - %o
3. HAZ O AR @ L AN X Fe B % pRBOVE

(2)KTO: Kahneman-Tversky Optimization

KTO J7 5 % 147 4 55 2 (i 5t B8 (Pros-
pect Theory) , KTO 7E i & X Z Ah 51 A 225 i i " 1y
PEM o, A A = IO 2H (i G o 7 S i 2 7 2575 1)
N7 ), 308 ok AR AR T2 2 i Ny 3 £ AR 7 o 5 | A
B2 o) N2 B S S a3 . 2 07 ARSI R A% i 4
7 07 T AR I B R A S B T, IR AEAE ARV W S
BT3B (143 55 JRe IR S -

5 EBEEREEMNARNKRSHRSH

Wit o 1 AR B R R, AT TR R
PR TR A BB i SO ST 55 45 O T R LA
i EVERESR TR RV ) . A B AR S50 R 1 A B
K YT KRR R R AR S5 AR AR, b
O AR A 38 % 5 S e R, LU R 5 2 b
R RG S %
5.1 EFIRANEBER

R TR O R 22 5 H] Transformer 4514
s F B BOIORES  AE 20 S 2Rt 5 h R
SR SR I iz Ak BE ) . AR FAE AL Whisper® |
Coqui STT. XLS-R. HuBERT'"?' | WavLM'"*' | Parafor-
mer' """ DeepSpeech'® &5 . H 1, Whisper 3t T 3 2
Transformer 4214, B4 Z1H 5 A Ediiab 215 o & 1 1k
e 71, & BB B aE R 0 A 483 . XLS-R Al Hu-
BERT 5 i [ W B U Sk, 380 2 X T s ARAR R T & IR AR
222 FRART N AR T B s 1 KRS . Paraformer #5576 ]
FEr SCHR A R R LSS Y S 2 AL R R
FEALH . MM , DeepSpeech B 7E T REFE AL H#W
(R Iz A RE T A 2 1 F ol N M AR R . Speech-
GPT™ TH W KI5 R | B R 22 7 75 1 R
A 45 [ Y R AR, A 76 4 23 ;35 A 38 GEE [ PR
— LK
5.2 IBEEBRORAERMER

T AR B (SER ) 3, B RMA R 2817 T MK
P A AR AR ) T TR R R AR A 1) v A PR AR
VT4, Z2 AR IR B (4 17 SR R ASE R W 1 o A £
R 26 P A5 R 40 45 BLSP-Emo' ' | LTU-AS"®)  OSUM K
AudioPal. M, SPIRIT-LM , Soul i % K A5 1 4 . ooy |
BLSP-Emo ### T 2 RUBE U635 Ak A 5 15 SUBRHTEL R,
PETH T AE R ALAY R SCIE W E 7T s LTU-AS 5 OSUM
I3 ITE RAEFR G 1 2 b 2 A5 SCA I IR 8 T 2
T ARG AR T BN S5 Xz A AT
fFE PR B L 1K

5.3 IBEEGM(TTS)EEER
T B N AR T T AR IO 35 9, A A
£, 4% Tacotron 2. FastSpeech 2™ | VITS, Glow-TTS'"" |
Bark . BigVGAN:m . NaturalSpeech 2[20]5§ . Tacotron & %1
K FH it it 3 4 RS, S TR AR BE TR B G Fast-
Speech Z 51 W LLEE B 18] U5 77 2 MR $12 T #f 2R
VITS #5785 A i i e 5 GAN, He i 51 5 21
Bark . SpeechGPT 45 KA L o) KAALTE & 5 SCAR K&
Tl 25, SEEE T R AR AT 55 G L e AR I 20
A A NN S Ny R A
UniSpeech-SAT FIIEIR L35 %= 215 F TTS RAC LW
Tl SR 595 €00 02 2 8y T A Sl .
5.4 BEEEBKR(VC)REKR
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AudioPal.M 8B VoxPopuli 11.1
AudioPal.M-2 8B VoxPopuli 9.8
WavLM Base+'"! Content 5.59
WavLM Large!! Content 3.44
SpeechGPT( {4 ) — 3.1
SpeechGPT(Fazt %) — 2.4

IR A AT S, UL 3 12, VALL-E 2 78 SIM
(0.782) FI SMOS (3.947) |3k Ell e {£ F BH , 230 H 5005
IR B SR SR EE ; Voicebox 5 SoundStorm 7F IR ZEIR
Az BRI AR 22 i 7 1O A B A 3 S RS B
SpeechGPT HtH. TTS 5 VCHE ) , fE 2L 45 id e [ B A
.

F12 EE AR ITS)ESER AR L

[ESVEAN SIM 1 SMOS 1
VALL-E”! 0.773 3.942
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2 (SQA/SQQA) T35 3] 67.55% By HEHf %, 8 P L #o
152 2t CEBERE 7 ; AudioPalLM R4 7E1E 5 2115 2 #
PE(S2ST) 5 i -E SO 55 (AST) £ B 5, BLEU 43
WA F] 35.4 F137.8 AR = BISIE A HBULH . S
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